%35 & 8
2009 4 8 H

H 2 % 4R
ACTA AUTOMATICA SINICA

—_— ) b == v S H ALNHE ZE/\N B 12
MM REEE RS EEN B AE

W x B2 ORI XFE o
W OE R 7R EE B R YA A BT S M I B R VR A TE S S T R b, X T BT R )
ITU-T P.563 153 2 W5 DF Al bR AT AE IO A BR B DL AT S R s, 3 T — i R 8 T I 4% 3R /R 1) 12 R W
BV SRR P.563 FVk R PR VR S S 0 B k. %A J AN R vk B BRI N, KRR 4 T 5k
IBAT BT T B IRF ) L2 U5 .
KEBIR BT, EE RO, TRV 8T, S b, SR
FESES TP391

Vol. 35, No. 8
August, 2009

A Modified Monaural Mixture Speech Separation Method
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Abstract
(OQAS) and computational auditory scene analysis (CASA). Considering of the defects of application limitations and

We firstly review the monaural speech separation method based on objective quality assessment of speech

time consuming of the employed ITU-T P.563 algorithm, we then propose an alternative method which combines CASA
with the temporal envelope representations based OQAS algorithm. The proposed method greatly reduces the operation

time and resource requirement, yet almost does not decrease the performance of separation.
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WA 5T (Auditory scene analysis, ASA) [
S B TE TR S B R T AN SR,
) I 417 3l 1 o S0 5 37 5 20 B (Computational
auditory scene analysis, CASA) WF5TI Kk . 1F
Z JE T CASA [ 5L 75 38 5 & 7 25 5 G0 AH 4k gk 4
i 5-11]

B0 CASA 7T 32 2R H 5Lk 16 B4 3K 3
(Primitive data-driven) [{)7J57%. 14K, CASA
(PRI 50 2 1) 2 T 0 R ) B UK B)) (Knowledge-
based schema-driven) J7ik. KB 115 25011,
A5 0 08 2 VR A R RS AR | R R DL S S
P AT 9127181yl 5] N B R BRI CASA A&
AR TR, AR, A OG- N BT 7 T ) &R ATS
IHAH: CASA RGEFTHUFH. J—J7h, (X%
 CASA REG, X RGEMERE R VPAL AR AT 2L 17 M
Lt (Signal to noise ratio, SNR). #R1fij, 15 5 II15
B iy T AN — 0 A LR o B . R, 4K
— A A ) VB A O W VR IR L DA — i
)7 G5 E B CASA REH ks 7 Bk & s
W LU RN o &, FF B K b 4 B) CASA RS R
JE&.

VNS TS Al 1 I S O W (21 DT S
B MR VAL (Objective quality assessment of
speech, OQAS) Flvt 5 Wr it 37 5 73 B #H 45 4 (1) 1
FETEE & 0 3 7k AR B AR 2 R T X
JTIEFT R M ITU-T P.563 W & % W I i Pl 5
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PR FE R AR S RE T T B, AR T
— TR 3 T I BB 46 s ) RO VA B
1151 AR TTU-T P.563 HikM i OQAS 5 CASA
SE5 RGNS Tk B 3 T X B H IR et gy vkt
177 VS, JF b T Sl gy vk 5 HoAth 2y 38 5k 2 1)
ITERE, 55 4 R4 SCEMT T R4

1 EF OQAS 5 CASA HHEESHBAEEE
BENEAE

H b, EE TR M ENENR, B
T B0 S B W B 1R T 4SS 1 SO, PR
BB IR VT A LA PP Al 5 vk B ok WA, H
TR VPAG 5 3% 5 EERE Bl R (R I T M4k, AN IS
ORGP N, PR SE s Y R 2R
2 MLVTAk (0 77 30K S s 5 A 5 1 VT 23 A 2.
— RIS, T iU 2Pl D7 VAT By iR AN
X (Intrusive) FIEER AT (Non-intrusive) piFplol.
RN ITEMKEES 5 155 AT 1A AR 2
R REE B A 1 SR T 3= WL 245 14373 (Mean option
score, MOS). JE42 AN T7 ¥ AR A1 2 ok Tt
DU o, DR S0 BAT PR . ETE 2 B
M, BT RESR S HE S Y, B ae Ak
RN TTUEAR VTS T8 1R I A0 o e

BT LM, SCER [11] PR T R T
SN 08 37 54 00 BT R 25 20 L R DA AR 4 S I 2 B
BOY B RGMERE (B 1 PoR). fEiZHEZE N, ik T
ITU-T P.563 #rifEfl I OQAS SR A5
L, KI5 HuWang R0 X&) CASA
RGN 5 B W BORUR 25y BB BLdkAT T 45 4,
SCHL TR T TR AE BN B2 B R P H AR,
AT T REFH 7y B RCR.

HARTME, 165 il AR IE SR B, — 2T i
WA S AE 3 22 1 I [R) Wod 23 A s A TR S 5 5
S X — AL PR, B ONAT T R D A R I A
P rR KBRS BT AR A — AN I SRR T, 23 )R
FEASDE AR I FEA I TR) T, 2 J5 A H U8 45 i) S
(R0 AH DG o DB IB at i 2 ) 0, 5% L AH O . R T AH G
A B BRI 8] g r)REL IS 1) 5 B 3 SRR AR, X 2By
ERE Ay Ja 2B BOTT A A

TERIIR IS BB, RGUK A — S B v Bo
B I 00 0. e B K R W 5 7 S5 A BB o8, " T I A
JUAE A ) _EAH SR DX 2 . IX A v Beai it & 1
W5t 8 55 3 M A T I Sl AR R 1) e A 0 4
YR KR T B B B SR REL s ) i e 8 )3
X8 1 BT RA 23 20 30 73 ek T H AR & AT
PCHIWIAR T SR T S . T TR, R
(L T BE AN RE A, TRl 0 TSR v AT BE R 2k

TS g BARE T LT O TR A
i = A R, XHETIANT ITU-T P.563 HH
FOULTT R RN R, LA A A A v ke A B 4 T
FIHT S B B FE v AR DL A S A 1 2025
SR AL EE AT TH R B AE 1T S RS Bk B
TR AT HbR AR, EAPRAE 5 4 21 b gk H ok
BRI BT I AERf 1) T 5

7055 B ER A B e AR D B B, AT S G
Al VT H SR 1) H B 18 110 35 5 4 P R T I A B G A
W RS T ET

TE S A& B B, WIUR 70 B W Bo™ 2B 18 v Bl
P A C bR B T A S B s k. —
L6 PR] R ANUERF 1) 3 3 253 5 R IR 046 23 4 R R UL
BN TIELE. HeAb, AL T — 28 Xt v+ H bR i
AN VI TR IS B T 2 A R B, X e B
SAELEIETSAR. X E SPGB R, TTU-
T P.563 & & 2 M P H L DI N2 CASA &
e, IR A bR v R T W S e p I v 43 IC 3 T s R
P TT AL R  F BOR S LA o LB seh. BT
K, WS EH Y R DL RIS Le g b id o i £
(P AR AT (1) Hf AT G

o A B, A8 Weintraub'™ £ H 1)
Jiidk, RIS & o 3 5 MES 8. & it 72
A DAEAE A WO R, o, HbRiES Y
SR ITHARCN 1, 10T = SR I ARIC N
0. 2RJ5, WA S N THERE 1 1 2= RE R b
PREA TR, XN FHERGAL 0 1) A 2# R g 4. 1Z4b
PRI ANy AT 225 30HR (6, 8, 17).

2 HUHBIET OQAS 5 CASA HEASHE

= S ALE B /\ BT
FERESEBENERE

2.1 OQAS 5 CASA &5 517 ER B

EAFE RIS, fEATE OQAS 5 CASA M4 &
(K53, RIORAGE 36 20 125 B B i S5 A S 1
Rl o3 e A5 IE A ) B0 & R VP A Sk — TTU-T
P.563 S3%k AR e 2 LB N HE A 1) 1 35 20 Lo
vk, (H R S AR A ] e i S R AR 2
B A 0 55 A 0 i 2 AL P v 5 1) e N KT
N3 EKAE S 20 FPHEK, 2 AL B
N E WD 25 % I KBS AR RN 75 % &
SR Sk, 1R 20 & AR VAN AT AN A BEATAH B
(R AL B (490 G SCHR [11] rhoeh WA 5 R AT =3 48 40
ARER) A BEMS VI, DRI AKRR T R R
WP AR, BT ITU-T P.563 HIE7E Al iE & %
MR, LR EH 51 AN RIS SRS AL,
P SEEA S I R BN, X S e 2P 2
AP BOME & BRI S D0 R, I BE 18 N T 5k
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Fig.1 Diagram of the monaural speech separation system based on OQAS and CASA
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Fig.2 An example of speech signal and its temporal envelope
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Fig.3 Block diagram of the speech quality estimation algorithm based on temporal envelope representations
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(P AL BRI [R] ) BEAIG T 55925 B I FH (A mT e
2.2 pAiHIENE

N R BRI, AR ST T R e B
CASA 5 OQAS (#1454 1) & G HEZE b % ) 3%
T I e A0 4% 26 R K 2 00 DA SR A
OQAS Sy ITU-T P.563 &kt m i B R %
(1) R 3 Pk AR T M ) g k. T AR A3 T e
RN I E S BT VS BVE AU R T ITU-T
P.563 526 5 R B 2 i s, T HLR ORI
DT R GEAE VSIS TR RS YR T T RE. A R
ESHE ST o B S SRR W vk B AR S 5L
FE, Refssy B iR i 2 B 45 4L
2.3 ETFEBEEETHIEEENREITMH

2004 4F, BITHSZE EH Kim 5 H, 155 ik
RN I T N RO R G AE S 74 RGN
FEPE, N ARR AN ITE S 00 VA P T A H M
e R b, Kim 38 TR T s f
28 TN I VB O VA SR 1) B AR
BN SCHTIA.

2.3.1 BB EKF0EHE

AR A5 s(n) WE AT DL B I I ek 4%

FHEEAT 5 KRN

s(n) = y(n) cos ¢(n) (1)

e,
v(n) =

¢(n) = arctan

XH, 8(n) 2155 s(n) M Hilbert &4, v(n) A
A%, ¢(n) KBENARAT.

Kl 2 g5t 1S I e s, o, &
2 (a) & B MHEY /mar/ES B, B 2(b) &%
BOES g, K 2 (c) & iz BOE I e g 1)
i AN AT DUE Y, IR s R B B T A
PRy, RS T AR KB S L. e T S
W7 100 Hz BRFI ) A 1130 7 A2 1 R 1 e o 45 8
DA AR SRR b b N 8 2 3 A R TR ) B 234 R

8 b LR AE SR S I AN R A
PRI, 8RR S b, SRR 5 T 1 ] R
R i SV 22 A M B AT OGS 10T e B AR
Az N I ) AL 8 bR 4 (Temporal modulation
transfer function, TMTF) &M 72 #2252 i
o, e R N SR S I R 2% )
PE. X NZRBEAT A ) S5 45 SRR W], N 2R il 1
URE T DL — MO 20 50 Hz B I8

PRI, XA N BT 58 G815 260 vy 1A )
BREAT 5 AR A0 T THT A2 LU IR 22 1.
232 HAENS

Kl 3 g h T T4 R s 1R A (Non-
intrusive) A UWH G TRV EIE M A5 S0k
B e ITU-T P.56 bR KiE 3555 00—k 3
—26dBov, #R 5 X H— 105 E (5 5 2T IRS ¥
PR Ak B S, 2R (2) M ORI EAE S
P AL v(n). THEHAE SN S, %
AL MK 128 ms. WiFs 64 ms HEAT 70 Mil, FFX5 43
i i R AREM4E %5 b 128 ms ) Hamming &, PA3EAT
AR m WU 32 y(myn). X, & KSR
AT 1), Z P DA R K i) K2 T 3R
A5 38 PRIy 6.

B TR e 25 nT DU ik e 7 AR
RN m W EEE T (m, f):

L(m, ) = |F{y(m;n)}| (4)

Hrp ARSI,

XN Wt 22 48 0 B, N ZRAR mT RE )
A At TR R BTE T HL, A7 TR E TR
SR XA P PR ) A5 B LE LA AT B ) 32 B 5 .
FET FIRE O, X HURIXR 55 2R BLAT OC IR 26 [X 5
BEAE 30 Hz ~ 50 Hz Ju[H . 2 T LAk X —Ju [,
SR

1) NE KB RSZN W I 3B EE E
2 Hz ~ 30 Hz Yo W;

2) NV A I S 30 AR AR 2 8 50 Hz 1)
R

WM Fp 2R IR 5 K IAT IR R X
8, A A MRRTE 2 m Wt R0 O BT L Sk

[ Tm.f)

e(m) = / ) (5)
BREXIE Fpy WIS AR, 2 Rk, &8
T TR RS b B O LR SR A T A AR, mT DA
58 SURHEUR R 1 = Fe ke

A(m) = —log[l 4+ &(m)] (6)

THECH B T E TR AS A(m) J5, 5 B AT
()4 N [R) b EAT S L3R4S 5 30 MOS ¥F4>
FEOT R IR 2 WL PPA 4 2R AE kb, 1B U i v
ity 4 SR 3 T 0] 1 ) e b B R s L A & L
8 TR IUE ] Ly AT R, HakE AKX
s

1 3 s
Q= |7 Z A (m)] (7)

P(m)>PTH
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o, P(m) = logT'(m, 0) J& 4 i A &% i B 4>
. Pry 2T sewr B, Ts & Reur
FImir E. XH, Pry MEKESR RE. &
S (7) MBS, ERT DA B TE H 8 RO T
Q.

ol 5 T I kA, 2% 26 O 1) 2 0 o R VA RV
RSB0 DAL 45 SRR I, BILRIEREIA B T 5 %15
P B S PP AR E ITU-T P.862 TEREM
96.3 %1151 HAT AR Ut (0 TRE o Aff

3 EE 5

AT o3 A B v B 4R A R LE (SNR) it
R IR P 3 TGS B YR REAT TR A, (R
PRI T et 10 5 v B FOA v 5 0 B T R I PR fE.

3.1 i

L30HR [11] AR, X B4 CASA PPAS T
J iz R ) % [ HE R 8K % Cooke #4E (1) H1 10
AR5 10 FAS [EH M A AR 100 TR
£ VB AL I B 4R 1) (F 58 B R A 2 8kHz), M E
Maf L R V8 A0 O P TR 66 T N S A 288 7R 1)
T U VP VR AE TR O B AR G R S5 B Y A%
RIEAT VAN

T 14T AT 7 85 DL s 4G
REEERERL. Hr, Mixture 4 JRURR A H &
F4E R HuWang i) HuiWang R4 45 3, System 1
HEET ITU-T P.563 hriE R G452, System 2 4
TS RRFIEN R4 R, R &5 —AT
FUH T AR S S NP AR L. N 1 ]
DL, AbBEJS (1) 53 B9 5 (1045 e LU A EE IR AR TR &
EEAEITA TR TR 3 T o, SFE R
PEFZ4 9.3dB. 5k [11] RS, A
SCREH 70 TR B H bR i WA IR RS &

#£1 SNR 4R

Table 1 SNR results
SNR Mixture HuWang System 1 System 2
NO —17.380 10.330 11.129 7.215
N1 —8.269 3.346 3.507 2.975
N2 5.474 14.251 14.411 14.871
N3 0.803 5.094 5.218 4.251
N4 0.679 1.095 6.669 6.901
N5 —9.999 12.869 12.933 13.003
N6 —1.609 15.213 14.662 13.158
N7 3.842 9.040 9.391 9.735
N8 9.526 12.556 11.506 13.210
N9 2.749 5.100 3.964 3.692
Ty —0.418 8.889 9.339 8.901

PF-HLEAL (640 N5, BEE SRAFEE i (115 e L e
X T5 BB A AW 2S00 TR (F)
U N8 A1 N9), 5 M LU I s ALK,
9T VPG 43 B T RSN TR, I B TH R
T ITU-T P.862 Al MOS X P R 2 WA AN A
e PGS Rk 2 Ak 3 For. Rl LA H,
AR R 43 125 7 8 e B S8 04035 20 v v ) SR
FUE. FEAEAER 3 F, A TR L N 30
W74 200 MOS {HI945 8] T — e fEE i &,
#2 P862 4R
Table 2 P.862 results

P.862 Mixture HuWang System 1 System 2
NO 2.239 2.630 2.673 2.413
N1 1.288 0.583 0.699 0.947
N2 1.548 2.266 2.247 2.282
N3 1.654 0.922 1.087 1.079
N4 1.507 0.910 1.162 1.452
N5 0.307 2.271 2.255 2.301
N6 2.056 2.459 2.372 2.191
N7 2.010 1.652 1.761 1.779
N8 2.329 2.000 1.886 2.106
N9 2.263 1.673 1.306 1.516
S84 1.720 1.737 1.745 1.807

#3 MOS 4%
Table 3 MOS results

MOS Mixture HuWang System1 System?2
NO 1.59 3.26 3.36 3.17
N1 1.03 1.41 1.50 1.46
N2 1.67 2.95 3.13 3.16
N3 1.28 1.90 2.11 2.13
N4 1.19 1.41 2.02 2.06
N5 1.36 2.89 3.04 3.14
N6 1.33 2.86 3.01 2.93
N7 1.25 2.34 2.49 2.65
N8 1.30 2.39 2.35 2.48
N9 1.26 2.16 1.96 2.10
Vi 1.326 2.357 2.497 2.528

32 bE

HY A SOOI 5E ) H b 2 A8 L A 52 i 4k T
CASA 5 OQAS HI45 & 1f) 73 &5 J ¥ 1 e 1) i 3¢
N, PR 0 R PEARAT I, DA 2 B OR
PPAL R BEA L, BE— 0 PO T AR SR HY 1) 5t 7 1%
5 3CHR [11] o 75 A & HuWang 5222 18]
I BRCR. PR VRS SR IR 1 ~ 3 Pios. W3R
HRTLLE L, A TEH] P.563 ARk, A8 A5 T ]
LR R IX I B R VAL SR AL AR 2 B 5
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P34 SNR M 9.339dB 4224 8.901 dB; P34 % Wik
e (P.862 ffivl433) h 1.745 EJ+24 1.807; 1M
MOS N 2.497 ETF4 2.528. dbrl LA
NS Al T A 4 R R R S T T
SRR ITU-T P.563 SHik)a, 45 8 5 ik ik
53 B M RE T VR 7 A M LU 2 S8 o &8y T 38 A R AR
A1k

T Uk B S Ty v AR T T AR A, ATy
A P.563 A AE R A FH L T I A) AL 4% K TE 1)
VB OB DA % 1) 3 8 T U 5 A R A
fE45 BT R I RI AT T4, Geit g Fansk 4 B
7, Ho System 1 2T ITU-TP.563 Bk M &
4t, System 2 A A SCHE H I I 0 24 ORI
RYE. N 4 Tl LUE Al T I A 2% R 1
TS RPN BV R, 58 AT A BAT 45 P il T
B T8) R 040 24 T4 AL T P.563 59411 16.5 %, %
MR Ry 7 SRV PR A T R RN 2R 4 S s Y 1) RT g
.

F A VBTN LR

Table 4 Comparison of the operation time

System 1
3.95

System 2
0.65

VAR AL BRI 1] (min)

4 g

AR T —MERE T CASA 5 OQAS Hi4s
3 [0 BB IR TR 0 B I R B I e
RIS TR VP FE AL ITU-T P.563 Fr
HESE 1o 7 180 5 0 (0 R PR MRS R IR B i, B
A5 P £ 25 I 38 0 28 SR s (1 3 0 WL B R PP A Bk
AMBENR T ITU-T P.563 SR alih & 2k %
(K3 i, 1y LR RIS 1 23 8 5 1A S5 1 (138
FE. A H AT ] (178 45 V5 AR SR AT 0 I SR K oY
g KRNI, AHELT3CmR [11]) e iR ITU-T
P.563 FrifEf) CASA 5 OQAS MZ &Ik, A3
S K SO T IR AV REE SRAT 5 2 A 1K 2 L E,
1 HR K B AR T SI2 A7 Bt RO R 1), D BA7 5
RS A
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